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The 560 D/A-Converter
does excell at exactly this
task. It captures all digital
music data and
transports it in the analog

domain. No deletions, no
additions !
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No deletions at the source are mandatory. This holds even more true for the playback of high resolution files as
it did for CDs and SACDs anyhow. No amplifier or loudspeaker can ever make good for what has been lost at
the source. The quality of the recording and the signal supplier are of fundamental importance in high fidelity.
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Philosophy -- In many areas the 560 D/A-Converter is based on the same proven technical solutions used in
the 745 SACD-Player. It also embodies the same principles in its design: top grade digital interfaces for
optimal reception of the music data, a super-precise master clock generator to avoid jitter, intelligent digital
signal processing with oversampling technology, and analogue output stages of top end preamplifier quality.
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Upsampling -- Audio data is buffered then upsampled to 24Bit/384kHz. We believe precision of interpolation is
more important than high clock rates. Our players and D/A converters use an algorithm from the highly regarded
Anagram Technologies followed by Burr Brown D/A converters in a digital symmetric configuration. As we consider
the PCM conversion technology as superior, the DSD signals get converted before its final D/A conversion,
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Zero (ptech

The 560 D/A-Converter is equipped with soulution's innovative Zero-Phase-Technology. Smallest
timing errors provoked by the analog low pass filter of the D/A converter get eliminated. Every D/A
converter requires an analog low pass filter in its output in order to suppress high frequency noise and
aliasing signals. The 560's 3rd order bessel filter, with a cut-off frequency of 120kHz, does show a
phase shift of up to 15° in the audio band. Due to the Zero-Phase-Technology the phase error of the
analog music signal remains below 1°, 20Hz - 100kHz! The Zero-Phase-Technology brings you even
closer to the beauty of the source material! The music gets even more realistic and 3-dimensional with
a lot of "air" around instruments and voices. As close to the source as possible! No detail gets lost.
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No deletions at the source are mandatory. This holds even more true for the playback of high resolution
files as it did for CDs and SACDs anyhow. No amplifier or loudspeaker can ever make good for what has

been lost at the source. The quality of the recording and the signal supplier are of fundamental impor-
tance in high fidelity.
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The 760 D/A-Converter does excell at exactly this task. It captures all digital music data and transports it
in the analog domain. No deletions, no additions!
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Design -- In many areas the 760 D/A-Converter is based on the same proven technical solutions used in
the 745 SACD-Player. It also embodies the same principles in its design: top grade digital interfaces for
optimal reception of the music data, a super-precise master clock generator to avoid jitter, intelligent
digital signal processing with oversampling and Zero Phase technology, analogue output stages of top
end preamplifier quality and a husky power supply.iics and the analogue stages.
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The 760 D/A-Converter is packed with cutting-edge technology with one objective - the love of music.
The parallels include a consistent dual mono design in the output stages and separate power supplies
for digital electronics and the analogue stages. The 760 D/A-Converter adds a digital volume control that
allows direct connection to a power amplifier.
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Oversampling - A powerful SHARC DSP performs the 8x oversampling to 24bit/352.8 kHz or
24bit/384kHz, depending on the digital input signa,l with the utmost precision. We believe precision of
interpolation is more important than high clock rates. Our players and D/A converters use an algorithm
from the highly regarded Anagram Technologies followed by Burr Brown D/A converters in a digital
symmetric configuration. As we consider the PCM conversion technology as superior, the DSD signals
get converted before its final D/A conversion.
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Output stage --The wideband output stage of the 760 D/A-Converter, which is based on an optimised
circuitry with special power transistors which are further linearized by an analogue computing network,
has a bandwidth of 40MHz (-3dB). With such speed of response all musical details are reproduced true to
life creating a three-dimensional, spatial sound to bring real listening pleasure.
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Power supply -- Key to any good sounding audio source component is a stable, noise-free power
supply - especially for the audio stages. The 760 is equipped with two dedicated power supplies: one
for the audio stages and one for the digital circuits. For powering the audio stages an innovative, ampli-
fier-like circuit design is used, providing an extremely stable supply voltage. With more than 500'000
LFarad of storage capacitance it provides almost unlimited impulse current for the analog circuits. Bus
bars supply this power throughout the 760 D/A converter without any losses. A unique concept in the
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Zero ([)tech

760 D/A Convertor are equipped with soulution's innovative Zero-Phase-Technology. Smallest
timing errors provoked by the analog low pass filter of the D/A converter get eliminated. Every
D/A-Converter requires an analog low pass filter in its output in order to suppress high frequency
noise and aliasing signals. Their 3rd order bessel, filter with a cut-off frequency of 120kHz, does
show a phase shift of up to 15° in the audio band. Due to the Zero-Phase-Technology the phase
error of the analog music signal remains below 1°, 20Hz - 100kHz! The Zero-Phase-Technology
brings you even closer to the beauty of the source material! The music gets even more realistic and
3-dimensional with a lot of "air" around instruments and voices. As close to the source as possible!
No detail gets lost.

TEOMMEB[HRAT Soulution EFHN"FHULZERAR". ENMIHNHNERELE TS
WHEHT . SBERER[HALNEFRHERLL low pass filter FHiEFESMBEETERESER
ATLAIEH . 18 3rd order filter 2+ 120kHz B9 — 1%, BRMNTE 7 HF L
MT—MMS5ERNEULER, BN THAUCERAR"FHUMEESHBFRKT1EE20HzZ
Z100kHz A. "THAUAEBERAR" T AR EFEELEZZNESERHABEERASTEN
ASEE, 3D ARSERNGEFINFERVENZTESRR, ERENHE! sFENER
ih .



The subtle signals of the extremely low output moving coil cartridges pose real challenges to the
analogue circuitry in order to achieve low noise, low distortion, high channel separation and maximum
- - linearity while providing more than 80dB gain - equivalent to raising the signal level by 10,000 - yet
Soulution must exhibit level and phase accurate behaviour while adhering strictly to RIAA-IEC equalisation
755 standards.The 755 Phono preamplifier easily complies with this challenging specification: Now
analogue records really can sound their best. Their most captivating ever.
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Layout -- Unbalanced circuit design ensures having as few components in the signal path as possible.
Dual-mono layout with discrete left and right channels maximise audio purity and virtually eliminates
crosstalk. Input selection (including the ground connection) is done by high-grade relay. And input
- buffering ensures the 755 presents a benign load to the cartridges. For all three inputs (2xMC, 1xMM)
preampliﬁer the gain factor and the terminating impedance are freely selectable. To suppress rumble from warped
@%ﬁ[kﬁ records there is an |[EC subsonic filter («<20Hz) which will protect loudspeakers against hazardous
| cone excursions. Mono operation is selectable as well.

Phono
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Output stage -- No deletions at the source of the music reproduction are key, therefore a top grade output stage is mandatory. We use
the identical circuit as for the 725 preamplifier. The wideband output stage is based on an optimised circuitry with special power
transistors which are further linearized by an analogue computing network and has a bandwidth of 40MHz (-3dB). With such speed
of response all musical details are reproduced true to life creating a three-dimensional, spatial sound to bring real listening pleasure.
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Power supply -- Key to any good sounding audio source component is a stable, noise-free power supply - especially for the audio
stages. The 755 is equipped with two dedicated power supplies: one for the audio stages and one for the digital circuits. For
powering the audio stages an innovative, amplifier-like circuit design is used, providing an extremely stable supply voltage. With
more than 500'000 uFarad of storage capacitance it provides almost unlimited impulse current for the analog circuits. Bus bars
supply this power throughout the 755 phono preamplifier without any losses. A unigue concept in the audio world!
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WIS€ SOUND _ We reserve the right to alter designs
HI-END Aupio | ViDEO SPeciaLisT  1el:+852 2559 3672 Fax:+852 2559 3216 Emailinfo@wisesound.com Website:www.wisesound.com and specifications without prior notice.
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